2-R2-11

LM SR =

1 [ELC®IC

774 Y REJRSHE (blind source separation:
BSS) X%, ¥4 7 u kYR FHEOMESEDHE
WEHWTIC, EROFEPES U ZBHGES» 5,
BAETIOEFRGEEZHET HHMTH 5. BlHlF v =
VAR E IR | & 72 B ERESMTD BSS 12k,
S K (independent component analysis: ICA)
M IZEDISFENLESHVSNTWS. filZIX,
NLRZ MIVAHT (independent vector analysis: IVA)
(2, 3] ZOMNIAK T > 247515081 (independent low-
rank matrix analysis: ILRMA) [4, 5] SFhMER I
TWa. INSOFLTIE, BRESICHET2HN
Mk (FIRET V) IZEOWT =27 —vay
WM [6]) 2L TCWD., 20L&, HFHEETNVHE
BHIDZFREBITHAE L TV A PENTHERENES
INs. IORBVWHHETILE BSS ICEATENX
&0 ERERSHES RO ND AR E‘lﬁ?ﬁ‘ﬁ)éf’&)
% DEIRE T V&V BSS THREZ KT 5 Z

ENEHETHS.

ZOHMIZH U, [ELEWHFIRETIVEH I
2% BSS TNTY XL LT, REEBB~AF
VD < BYE BSS (time-frequency-masking-
based determined BSS: TFMBSS) [7] 23R & 7.
TFMBSS i, KHERB~Y A7 TRINDHEIRET
w%%VT,ﬁW®(EA@¢am)%%v2»%
ROBEDTIRETH B, CHR 8] T, FMdT S
(harmonic/percussive source separatlon HPSS) [9)]
IZED S R E I~ A 2 % TFMBSS O EJEE 7V
t UTHWEFERERITIREL, ToOMmREZH#HAEL

7. RFEIE HPSS (ICHIWTWBZ 25,
L BEDL T v A VERDBICRHTRETH D,
HHEESOMH (3—F - 7 UK - EREEOH#E) F
WIGHTE S, ARTIE, ZOFEORREREE~ A
DR FEERWRL, &0 HHuEg R (fth )5 %

FES 2 & D7) RERE~ A2 M55 5 i %
TEMBSS DNIBIZEAT 5. K7, FERFIEEREE
FHOMGIZHWT, HPSS Dl KERER <
AT DAL—=Y VT IRNT A=W TEEBRIIZH
BLEETS.

2 fERFE - HPSS ICED < TFMBSS

2.1 &Rk

BEBEBHF vy AV E2ENTNN KO M &
L, F ¥ 3xVIERES %2 STFT L THE S5 R
%(&;&ﬂ@ﬁ(ﬁ’fnﬁ; Eﬁ.{ﬁu'fnﬁ, &Uﬁ%ﬁ&:ﬂ?%%m
zh

8ij = [8ij1, - s Sijny o5 syn]t €CY (1)
€ij = [zij1, - Tigms -, wgu] €CY(2)
Yij = [Yij1, - Yigns -5 yun]T €CV o (3)
rERT. 22T, i=1,2,--,1, j=1,2,--,J, n=
1,2,--- ,N, BEUOm=1,2,--- , M \ZZNFNEHEK

vy, 7 LV—24, 5K, KOFr¥r VoA VT

EOMOPMII Y A% I EDL T I A
PORBERE B8, AN KM (FIEE)

I I 0 i
R R (FHRE R

I A%RL, TRIEEZ2EKT. £/, BES0OHEE
ARZ v asS5 L% S, eC™, X, eC™, B}
Y, eC™ T&KT.

BAERDVEICRAZETH b, FEEREGES B
EBGESTRETELIRET S L, BlHESL
BRESDOBRERATRETE 3.

T = Aisij (4)

ZIZT, A; € CMXN \JJHEBEDRETITH .
;@&Q%T»i BREREN STFT OEE LD

FRFNGE IR BN RIS 5. PR, ERR
(M=N) ’5:%25. A; BIEHITHNIX, #1750 %
HOWTHMESZ2IXRTHETE 5.

Yi; = VViCUij (5)

::f, Wz:[wll ’U)“\/]HE(CNXN ti}%/ﬁﬁ/ﬂ_ﬁ‘f@
A ch D, HIETVI—-MNEETHD. EIR
M BSS T, X (5) MO TS W, & 2B
Bi=1,--- ) ITBVWTHET 3 Z & PR HE
s, R (5) TREDIDEES v, 13, BAES
xi CRTRRET VR VT THY, BREDS
WETRBEDR T RE R R R D 5.

2.2 HPSS

HPSS 1%, #RiEA~RZ h1 2S5 L0 5 RO
B HE DM S P IZHDE, RS RO 8BS %2
Hts 5. £/ INVDOEGES, DEETHEES, SHEHT
BEEOEZANRI bOT I hEZTNTN BeCH,
HecC™, RO PeC b£T Y, ﬁm[wnm%
T, BAEEEB»S> HE P 2HETSH720IZ
X (6) DHWBEHZ H XU P SHLUTRMET B

JH,P)=Y" {VH (1Bagjn | — Ry %)

,J
pil®®)*} (©)
ZIT, hij B py; WENEN H KU P DEHET

BV, vy >0k yp >0 BERMRETHS. = (6)
DRUMERIREI, KOBRIZMDHEE SN T VD

bij| = [hij| + |pij] (7)

A (6) ZBMET B hyj RO pj 1, IROKEEFHR
THETE S [9).

+p (|p(i+1)j|0'5 -

vi (Ihi1);1%° + [hii—1);10%) [big|°®

|hif*® = (8)
cgf) + cgf)
o5 7P (IPigi+1) %% + [pigi—1)[°®) 1bi|*°
pis|”° = T 9)
o 4 (P
( ) h . .10 h i 0.5 2 10
=71 (|hat1); 10 + [hi—1);1"°) (10)
2
C%):VP(@W+MQ&+@M>MW3 (11)

*Blind source separation based on exclusive mask obtained by harmonic/percussive source separation. By
Soichiro OYABU, Daichi KITAMURA (NIT Kagawa), and Kohei YATABE (Waseda Univ.).
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Algorithm 1 TFMBSS

InI)Ut: Xa W[l]a y[1}7 M1, p2, @
Output: wlk+!
,K do

1: fork=1,---
2 W =Dprox, r [w[’“] — ,ulngHyM]
3 z= yll + X(2\’7v wlkl)

4: =z— M(z)

5: y['“'l] =ay+ (1 — a)yl¥
6 wiFtl = aw + (1 — a)wl
7: end for

2.3 TFMBSS

TFMBSS [7] &%, KEAKRB~ A7 TREX
N3EFETFNVIZE T BSS TH 5. TFMBSS
DTN ITY X L% Algorithm 1 1IZRF. T I T,
X 32 F vy 2 VBHIESOEFEARZ b s T A
(X1, -, Xp) PORERINETF], wideEIRE

EEATH (W, - W) Z2RT SVEL 7225,
O BERFEOMERT GEMlZERIZ TR [7) 2R .
Algorithm 1 ® 4 TH®D M(z) %, TFMBSS THW
SNBWMENB~ A2 TH D, THEK z %515
EUNHEE S SITMEHET B & O AR~ A2
ERTEBM 2E5HETVELUTHEMAT S, o
T, TFMBSS T, M(z) ZHHIZANE RS Z &
T, PR ERET IV EEAL BSS BEBIN5.

2.4 HPSS ICED< TFMBSS

SCHR [8] Tl&, HPSS THt X 15 I A~ A
2 % TFMBSS 238 A LU 7= BSS MMEE X iz, AFE
D7 ay 7% Fig. 112R. AFETIE, TFMBSS
OREL AT, HEER z 126 LT HPSS % #
FAdT 5. ZOEELSH-REMEREY A2 %24
L, B TFMBSS THRE/LT 2 Z & 20 KT.

HEE z &2, NSRS O RS RS DAY
Na TS LDV A RIZEBUEEREZTNFN Zy €
CI*J B Zp e CI*) 2 KT 5 &, HPSS D43
ZEOHEIZRRTE 2 5.

|H| = |Zul, |P|=|Zp| (12)

ZZT, 7N 2A | - | (ZER G OHMNEZ
w9, HPSS O#HEIES |B| 13X (7) TEHINS.
X (12) ZHWT, KX (8) MU (9) & KEMIZFHRET
5Z LT, MEEK z ZA)HMEE L7~ HPSS 3] fE
enAh, Boh HE P OHERER?S, mAD
Wiener 7 4 VX ZREER L, Z 7% Fr7z 2 R R R
YA LTS,

|hij >

Malij = <|hz'j|2 + |Pz'j|2) (13)
_ |pi;|? >
Ml = (|hij|2 + [pis]? (14)

T, MHeRf’&OW@eRﬁJi%n%m
P T TR DR & R T A R~ A o
THY, M AT M D ij BRKERT.
TFMBSS Tl, FMEEH~ A7 M PRE®IZ
KELEET 255G, BELEZFRSMNLTES 20
LBErH 5. ZOMBITHUT 572012, AT EE
B BEIIC, IRAT1IXKERIOYAZ Mgq £D A
L=V T RT.
M

= MP © Mgy (15)

R
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Smoothed
mask

HPSS |—

Back
projection \

Observed signal Harmonic estimate

et vt
[rruess | — [ ook | = [ister |

Percussive estimate

BEGS

Fig. 1 Block diagram of conventional HPSS-based
TFMBSS.

HPSS Smoothed

mask

[ smooting |
n
..#-wmm“

HPSS

Observed signal

MWM
o

Harmonic estimate

»Hﬂamﬁrlﬁmamﬂaxm:

Percussive estimate

Fig. 2 Block diagram of proposed HPSS-based
TFMBSS.

Back
projection \

ZIZT, BRY B EENFNAL—Y VITEEND
BIRETENRIA=RTHY, f+Poa =1 Zii=7.
X (15) DWEEE My KO Mp DZNFIUHET. A
L=V V7D~ A7 TFMBSS (2B X 4, Algo-
rithm 1 ® 447H & UT, WFEZEH z O S KD
EHEBESRICENTNEHINS. 4B, TFMBSS
H IVA X ILRMA & [[AFRIZDEES O A7 — )L & #fE
ETERWA, TFMBSS 7S HPSS 12288 % 5| =&
TRAIVITHEER Zy KO Zp izxfL T B
VrrvaynNy ik 0] BEAL, AEEED A
F—ILEFELTWS,

3 REFE
3.1  Bhr

RRTFHETIE, HHER Zy RO Zp 2T NTN
HY Powfir L, 5612 Zy+ Zp ZH8HIE
35 HPSS ZHWT, #ANSELRTHESZ2ZNTN
WIS AR A7 2 ER LT W, —HT,
HPSS Iz kB2 F5mFAE 7« VX & LTI A, FAlS
R Zy OHRIZERE T RS RS Y, FIZHES
5> Zp OHIZEEE T 2 FHIE D B EL D B < B
MR~ A 2 2 kDb T Tu—F%2E2 5
ZLBHTED. ZOGA, ERORMRBERE~ X7 &

b, BETATFHEROZNET 2880085
EWMGTE S, ARTIX, ERRoTLTY XL EHE
L, FERFEL T 32 T, IBEFEOEAME
AT 5.
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3.2 HPSS OHftmI~ X F ¥ JICHE DL

TFMBSS

AFIZBI B REFEDO 70y 7% Fig. 2 12K
. IBEFETIE, 24 HiTRREMERFE L FRIZ,
TFMBSS DIRfEEE~ X 7 % HPSS THKT 5 Z
LEFZEZS. HL, A (13) KT (14) I2kB~vA7D
ERAETIER L, L EMu s (MEFEEAIES 5
57 BREEREBS A2 2EKT2FEE2HVS
BARINZIX, Fig. 2125R9 & 512, TEFMBSS T/&5
NBEFEE Zy RO Zp %, 2 D077 HPSS 12
BHES 2 LT |B%n)| = |Zy| KU |BZP)| = |Zp|
D&SIE525. £/, ThEFhD HPSS I2HBI1F 5
AIHAEIFIRATEH 2 5.

z
‘quszzz‘IﬂzH)’::’;{‘ (16)
z
‘H(ZP) = ‘P(Z”) = ‘QP (17)

i, ZHq:'@;FJ{ﬁElJJjUJ\ HZn) piT8555 P (ZH
FO Zp OGRS HZr) LS5 ES P

D ATBEOEESE2HET 5. ﬁ&ﬁmﬁaﬂﬂﬁ
OB ERERB~Y A2 1 FNFNIRARTEET 3.

|h ZH)|2

2
[MH],:< ) (18)
%] (Zw) (Zw)
B2 4 |72
1

P22 :
Ml = (19)
J |h(ZP 2 4+ ‘p(Zp)|2

V4 Z
p{Zm 2,

I, WP, RO I mEnE
nHZs), pZn) HEZP) T PZr) OEHETH

.%O’C AR Zy WIZERE T 2B S0
I OIZHEL, FRBRIZHPHEZER Zp NIZERE T 5
T ERD %2 X SIZIET 5 &5 iy~ 27
BERTE 5.

ZDESIZUTREARBERE~ A7 I1ZqL, 7%
KFELEBRIZR (15) 1Lk B ALYV T 2T,
INEF IR RS~ A2 £ LT TFMBSS 123K
9. ERFEEFEREIZ, HPSS 217512 7my o
I avRNy IEEREHAL, Zy KO Zp DA —)
ZHELTWS

4 B

4.1 EREH
RETHEOEIMN2HERT 572012, TRESHD
K2 L& ZNLIAOEERE DO F IR BEEER %175 7=,
K%ﬁ?@,&%@mmﬂﬂ@Dﬂmm?—ﬂ%v
D RS AERE (drums) & ZOMDEE (other)
%m@ EATZ. TNSDRTAY =A%, 3k [12]

IO~ 1 7 5.66 cn K ORI AL 50°&130°
0) E2A 1 V8V A6 [13] (BREE 300 ms) THEM
KA, ZF v 2IVIRGES R L. iR
I, FENEMAL (source-to-distortion ratio: SDR)
[14] osERZ AWz, ZOMMOEBRSM % Table 1
IZRT.

4.2 HPSS ORELRKICHT 2 HEEEDZE(L
RERFHE R OREFETIX, TFMBSS % 1 [FKE
52, HPSS OHEH A (X (8) KU (9) % XKHE

S i SR
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Table 1 Experimental conditions

Window function in STFT Hann window

Window length in STFT 128 ms
Shift length in STFT 64 ms
. v =1.02
Parameters in HPSS
vp=1.01
Parameters in TFMBSS a=0.25
M1 = o= 1.0
# of iterations in BSS 500

Table 2 Average SDR improvement for convention
and proposed methods with various HPSS iterations

# of iterations Average SDR improvement [dB]

in HPSS Conventional method Proposed method

1 7.58 8.29

3 7.40 10.40

5 7.31 10.87

7 7.25 10.98

9 7.22 11.08

11 7.20 10.79

13 7.20 11.09

15 7.19 11.29
FHELTWS. 2ok &0 HPSS O KE R % 21k
IEBHILITLD SDREEDE(LEZFEL /2.

PERFIE L EFIRIT

Bl 54 20 thoEY SDR X
2E% Table 2 IZRT. 22T, RIZBITAWMFED
A= VT IIRT A —=RIZ Bog = 0.75 KU B =0.25
THY, ZHETILTY XLDLENM L SEEMERED N
FUADNRWHREMTH D REIDOEEBREERICHED
). ERFHETIZHPSS OXKERBBDRNEE S
WHEBEZ R U724, IRETIETIEHIZ HPSS O K 1E[A]
WL WMEEEWERER R U7, IRETEIE, HPSS
TRDOZREZH H KO P HWERR (16) KT (17)
T b I b 728, REEFIEL KL THPSS T
O+ K EFHENBREIZR 5. PBOERTIE, =
DFERIZEDE, HEFIED HPSS O XERIH % 1
|, fEETFIED HPSS O KE[RE % 15 [0 & &ET 5.

4.3 RAL—=VVITNRFTA=FICHT BHEDEL

W, BEFIEIBIT ALYV ITOENME:
BEES 5. PERFIERORETFIEICENT, Bua &

O B DAEEASEHEDKEED SDR iEED
% (song no. 18) % ZNF 1 Figs. 3 KU 4 ITRT.
HU, #IZ ﬁold-i-[i’: 1 TH5B. X5IT, REkFIE
KOREFIEIC iéﬁjO%@%ﬁSDR&%é%
Table 3 1Z/R9. WFIEILIZ B 2L REL 725

(AL—=Y v 7 %5 U-5E), SDR %= E@?&@
NLEEETWHEEBEL 725, —H, Bog ZE L FE
U7=58E (Rba—vr ol ULZ5E), HBiiiee
FTEBPEHMNENT WS, RERFHELEETIEELE
K 5e, RRTIHETIE Bog DIEENILSFELT
HILRNLZE LB AR ONE S, REFHELI
NTPHREPME . REFIETIE, Bog DEDMEN
CHELROH, PARMEIRRERFELI D EEV. &
IR NRE & ZEED ML — R A T 2B ET 5 &,
M PIEINZ Boa = 0.75 XU B =025 DRETH 5.

4.4 FE~2 D BSS & OMRELLER

%12, HPSS Bk (B—F v 3 )L), IVA, KO
ILRMA & OMEREHER %47 5. {HL, HPSS I2&D<
TFMBSS IR FIE R TREFE L H1Z Bog = 0.75
RO B=025LTW3E. ZNoDFEDERSM
% Table 4 IZ/77. Table 51k, T—&X ¥ v + 20 4
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Table 3 Average SDR improvement for conven-
tional and proposed methods with various S,q and

B

m

5,

k=

)

S Parameter Average SDR improvement [dB]

- 5 — Bold Conventional method Proposed method

) B old=0

= aioos 0 8.14 7.40

c 0 — Bold=0.75 0.5 7.55 10.14

o 2 — Bold=0875 0.75 7.58 11.29

(@) — Bold=0.9375 0.875 7.36 11.27

D -4 ‘ 0.9375 6.82 11.01
0 100 200 300 400 500

Number of iterations in BSS

Fig. 3 Example of convergence behaviors of con-
ventional method with various .4 and 8 (song no.
18).

16
m 14
o
— 12
b=

10
) ! T
2 |
g
5 6 ' —Bold=0 M
-
o 4 —Bold=05 H
§ 2 —Bold=0.75 ||
x —Bold=0.875 ||
(@) — Bold=0.9375
w -2 I

0 100 200 300 400 500

Number of iterations in BSS

Fig. 4 Example of convergence behaviors of pro-
posed method with various f,14 and S (song no. 18).

TIZBIT B R2FHEDO¥Y SDR LHEEDODHKTH 5.
INneilod e, REFRIMUOEDOFERI D L EHWE
B2 RLTHY, G LITREDSF v 2V EED
HEZRHME L 72 S EREZR BSS TH 5 Z L AR T E 5.

5 F&H

AR TlE, HPSS OEHE FILIZH D < TFMBSS
LT, X0HH AR~ A2 2 RkDBT
NIV XALEHIZIRE L. HPSS O KERB R
RATDAL—=IVITEEVIIRT 2 HEDE%E
FERIIZHER L EZLR Uz, BEFHEIL, #£kD BSS
FHEL D B KRELEREENIBFOSNDEZ L ERLE

BEE AU O—EE JSPS BUFE 19K20306 D B
ZF-bDTH 5,

S Xk
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